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Dear Sir: 

The non-final Office Action dated January 8, 2007 has been carefully 
considered. In response thereto, please enter the following amendments and consider 
the following remarks. 



Application Serial No. 09/911,256 
Art Unit 2616 

AMENDMENTS TO THE CLAIMS 

Please amend the claims as indicated below. The language being added is 

underlined (" ") and the language being deleted contains either a strikethrough (" — ") 

or is enclosed by double brackets ("[[ ]]"). 

LISTING OF CLAIMS 

1-44. (Cancelled) 

45. (Current Amended) Th e method of c l aim 4 3, furth e r comprising th e st e p of: 
A method for determining latency for a real-time transport protocol (RTP) data 
flow between a first call endpoint and a call second endpoint, said RTP data flow 
transiting through a media router, comprising the steps of: 

intercepting a first RTCP sender report sent from the first call endpoint to the 
second call endpoint, and a first RTCP receiver report sent from the second call 
endpoint to the first call endpoint, each first report transiting through the media router, 
wherein intercepting a first RTCP sender report comprises the steps of: 

receiving, in the media router, the first RTCP sender report, the first 
sender report originating from the first call endpoint and destined for the 
second call endpoint and transiting through the media router; 

transmitting the first RTCP sender report to the second call endpoint: 
intercepting a second RTCP sender report sent from the second call endpoint to 
the first call endpoint, and a second RTCP receiver report sent from the first call 
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